TEXHUKUWAH TOAOPXOUNONT
IP Phone ~ Grandstream GXP 1625 acxyn TyyHTam Aynuax

AHanor yracHsi 2 nopT (UAXMNraansl Tacan/an rapcaH yen ambapansiH Xas
FXS noptyya Masrwi+ yanasxwtam) S i
PSTN Line FXO I 8 noprTon
NOSTYYA 4
- Cymxaaumi Haracan PoE Plus He xoc Mrabut RJ45 nopryya
uHTepdanc
NAT Router Yes (supports router mode and swilch mode)
3axum NOPTYYA USB, SD
__LED ysyynantyya Power/Ready. Network, PSTN Line, USB, SD
LCD panray 128x32 graphic LCD with DOWN & OK button
Reset Switch Yes
Voice-over-Packet LEC with NLP Packetized Voice Protocol Unit, 128ms-tail-length carner grade Line Echo
Capabilities Cancellation, Dynamic Jitter Buffer, Modem detection & auto-switch to G.711
Voice and Fax Codecs | G.711 A-law/U-law, G.722, G.723.1 5.3K/6.3K, G.726. G.729A/B, ILBC. GSM. AAL2-
(G.726-32, ADPCM, T.38
Video Codecs H.264, H.263, H263+
QoS Layer 3 QoS, Layer 2 QoS
OTMF Methods In Audio, RFC2833, and SIP INFO
Provisioning Protocol & | TFTP/HTTP/HTTPS, auto-discovery & aut of Grandsiream IP andpoints |
Plug-ang-Mlay via Zero-Contig (DHCT Option 86 multicast SIP SUBSCRIBE mDNS), eventlist between
looal ond romote trunk o S |
Cymxaanum TCP/UDP/IP, RTP/RTCP. ICMP. ARP, DNS, DONS, DHCP, NTP, TFTP, SSH.
_NpoTo HTTP/HTTPS, PPPoE, SIP (RFC3261), STUN, SRTP_TLS, LADP -
Disconnect Methods Call Progress Tone, Pofanty Reversal, Hook Flash Timing, Loop Current Disconnect,
| Busy Tone
Wuppnant SRIP_TLS_HITPS, _SSH
Universal Output 12VDC. 1 5A, Input: 100 ~ 240VAC, 50 ~ 60Hz
uaxunraax
| XaHramx S -
’ Environmental Operating: 32 ~ 104°F /0 ~ 40°C, 10 ~ 90% (non-condensing), Storage: 14 ~ 140%F / -
| 10 ~ 60°C
| XonBont Rack mount & Deskiop
NNow xanHiR Wob UL on,an,oc frnt do, it ploo
COHIONTTON Customizable IVR/voice prompts for en,cn de.es,gr,fr.it,nl pl.pt.ru sv, ir he ar
Customizable la @ pack to support any other es J
Ayyanarsin Ten Bellcore/Telcordia, ETSI-FSK, ETSI-DTMF,_ SIN 227 - BT |
Polarity ReversalWink | Yes, with enable/disable oplion upon call estabiishment and termination |
Call Center Multiple configurable call queues, automalic call distnbution (ACD) based on agent
: skills/availabliity/busy level, in-queue announcement =
Costnmizahle Auto IJp 19 5 layers of VR (Interactive Voice Rocponco) 1
Attendan! ,
Maximum Call Registered SIP devices: supports up to 800 regstered SIP devices/users
Capacity Concurrent SIP calls Up 1o 100 or 66% performance ¢ calls are SRTP encrypted
Conference Bridges Up to 6 password-prolected conference bridges allowing up to 32 smultaneous PSTN or
IP participants
Lall Features Call park,_cal forward, call transter UND,_nng/hunt group, paginglintercom etc !
Compliance FUG Pt 15 (CFR A7) Clacs B, Pl 08 )
CE Hgnoowz Clace B, ENSSUZA, ENBIOU0 3§ 2, ENST10U0 3.3, ENBOOS0-1, TBR21,
Ro
A-TICK AS/NZS CISPR 22 Class B, ASINZS CISPR 24, ASINZS 60950, AS/ACIF S002
ITU-T K.21 (Basic Level), UL 60950 (power adapter)
800 xypranx xaparaary, SO SIP ux Gueniin gancuir 1amkaor, 100 xypranx aasrasocrail ayyanara

Grandstream SIP 1orcroaniin uaryyanin YOXuproor Toxupyynax
SRTP, TLS 6onox HTTPS wndpnant awmrnan xamruiin aioynryi Sonomxur xamraananrrai



Haracau PoE-13it Murabur cyamwaauuit nopryya

5 ryswnnii IVR (Interactive Voice Response) Xypraax Amoxndr

JyyT ayyanarsit Suunaruiin cepeep; sa6caitoin Xoparnariuiin uxrepdeiicasp wiaeTapcan Guunar
Jyyanarsin 3370XYYHHIT MEHSKMEHTHAT yP AYHTIH BONrOXsIH TYNA AYYANArbIH NAPRANNBIT AIMKIIT
Ayyanarsis A3ar3p3uryii 1amasraan (CDR) -uitr awnrian yracus Xaparnaor XSHax, OrHoO rax MaT.
Mpx Byt ayyanarsir yp awrranraap 30XMUYyyNax OA0H XIATIA aBTO-Tycaax

LDAP Gonon XML yTacks! A38TPyyAKKHE HICACOH, YAH XATAH 3a1raX TONOBNOIe0

H.264, H.263 3csan H.263 + xoanorumiir awnrsanar SIP uaeo Torcrenuiii uarmir Aamkasr

Ayyt wyyaas 6onox axcaap HATIIX HMIAANAT 2IMKAIN



